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February/2023 L atest Braindump2go 350-801 Exam Dumps with PDF and V CE Free Updated Today! Following are some new
Braindump2go 350-801 Real Exam Questions! QUESTION 110A remote office has aless-than-optimal WAN connection end
experiences packed loss, delay, and jitter.Which Vol P codec should be used in this situation?A.  G.722.1B. G.71laawC. iLBC
D. G.729AAnswer: CExplanation:iLBC: iLBC provides audio quality between that of G.711 and G.729 at bit rates of 15.2 kbps
(38-bytes or 20msec) and 13.3 kbps (50 bytes or 30 msec). iLBC handles lossy networks in better way than G729 because it treats
each packet independently. G729 depends on the previous packet to handle packet loss, jitter and delay which doesn't tolerate well in
lossy networks.QUESTION 111A user reports transfer failures from an I P phone for calls received from a PSTN to another PSTN
number.What is areason for these failures?A. Theincoming calling search space of the SIP trunk does not include the partition of
thelineinthe IP phone.B. The service parameter related to Offnet to Offnet call Transfer isset to TRUE.C. TheIP phoneis
configured with the Wrong region.D. The gateway is configured with the wrong device pool . Answer: BExplanation:
https.//www.cisco.com/en/US/docs/voice ip_comm/cucm/admin/4 1 3/ccmfeat/fsxfer.html#wpl048448QUESTION 112A
customer is deploying a SIP 10S gateway for a customer who requires that in-bond DTMF relay isfirst priority and out-of-band
DTMF relay is second priority. Which 10S entry sets the required priority?A.  dtmf-relay cisco-rtpB. sip-notify dtmf-relay rtp-nte
C. dtmf-relay rtp-nte sip-notifyD. dtmf-relay sip-kmpl cisco-rtpAnswer: CQUESTION 113Refer to the exhibit. ThisINVITE is
sent to an endpoint that only supports G.729. What must be done for this call to SUCCEEU? [ /s o 155 1is. 18- 5061 brancessboasarosi ser

Ramota-Party-10: <sip:s]140883350008172,16,2, 1435 jparty=calling; screan=-no; pr
From: <sip:+140883350000172.27.2. 143> tag-THAFESFE- 408

Tor <siprd000§172.16.1.1>

Date: Tue, 06 Aug 201% 15:03:08 oMT

(Call=ID: EAAIEI-RTTLIIED-BAAAFFCF-10D6DT1D41T2.16.2.143

Supported: 100rel,timer, rescurce-pelority, replaces,sdp-anat

Min-SE: 1800

Cisoo-Culd: 0082A91505-3077640601-2319777743-0200410075

Uspar-Agent: Clsco-51P0ateway/I0S-15.5.3,.84b

Allow: INVITE, OFTIONS, BYE, CANCEL, ACK, PRACK, UPDATE, REFER, SURSCRIDE, N
CEaq: 101 INVITE

Timostamp: 1565083565

(Contact: <sip:e 140083350008172.16.2.143:5061 ;transport=tis>

Expiras: 160
| al ./ o s
c-on en‘t I‘m nwll{:’E‘lon el J =44 ‘r_ LIBANHY ') JJ

AI. ® -;1 e

Contant-Disposition: session:handling=required
Contant-Langth: 416

w0

o=Ciscofys tensSIP-OW-UserAgent B406 B398 IN IP4 173.16.2.143
m=51P Call

=18 IPd 172.16.2,.143

=0 0

meaudic 44612 REF/SAVE O 101

o=IN IPd 172,162,143

a=erypto:
a~crypto:
amrtpmapr0 FOMU/B000

a=rtpmapi10l talaphons-svent/8000
a=fmtp: 101 0-16

amptine: 30

A. Noting: both sides support G.729.B. Add atranscoder that supports G.711ualw and G.729.C. ADD amediatermination
point that supports G.711ulaw and G.729.D. Nothing: both sides support payload type 101.Answer: BExplanation:A transcoder
takes the media stream of one codec and transcodes (converts) it from one compression type to another compression type. For
example, it could take a stream from a G.711 codec and transcode (convert) it in real time to a G.729 stream. In addition to codec
conversion, atranscoder resource can aso provide MTP/TRP functionality to acal . QUESTION 114Refer to the exhibit. You
deploy Mobile and Remote Access for Jabber and discover that Jabber for Windows does not register to cisco Unified

Communications Manager while outside of the office. What is a cause of thisissue? [c:\users\crscosnsloockup

Default Server: dns.example.com
Address: 192.168.100.1

>set type=SRV
> _collab-edge._ tcp.example.com
server: dns. exarrple com

g " aF
AW rAInCdUMp2go0.co
Non-authoritative answer:

_ocollab-edge._ tcp.example.com SRV service 1
priority = 10
waight = 10
port = 6443

srv hostname = expe.example.com

A. The DNSrecord should be created for _ cisco-uds _tcp example.com.B. The DNS record should be changed from
_collab-edge._tcp.example.ccomto __collab-edge _tls.example.com.C. The DNS record type should be changed from SRV to A.D.
Server 4.2.2.2 isnot avalid DNS server.Answer: BExplanation:
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https://www.cisco.com/c/enfus/td/docs/voice ip_comm/jabber/Windows/9 7/CIJAB_BK_C606D8A9_00_cisco-jabber-dns-configur
ation-guide/CJAB_BK_C606D8A9_00_cisco-jabber-dns-configuration-guide chapter 010.htmIQUESTION 115What is the major
difference between the two possible Cisco IM and presence high-availability modes?A. Balanced mode provides user load
balancing and user failover only for manually generated failovers.Active/standby made provides an unconfigured standby node in
the event of an outage, but it does not provide load balancing.B. Balanced mode provides user |oad balancing and user failover in
the event of an outage.Active/standby mode provides an always on standby node in the event of an outage, but it does not provide
load balancing.C. Balanced mode does not provide user load balancing, but it provides user failover in the event of an outage.
Active/standby mode provides an always on standby node in the event of an outage, but is does not provide load balancing.D.
Balanced mode provides user load failover in the event of an outage. Active/standby mode provides an always on standby node in
the event of an outage, and is also provides |oad balancing.Answer: BExplanation:Balanced mode: This mode provides redundant
high availability with automatic user load balancing and user failover in the event that one nodes fails because of component failure
or power outage.Active/standby mode: The standby node automatically takes over for the active node if the active node fails. It does
not provide automatic load balancing. QUESTION 116Which two DNS records must be created to configure Service Discovery for
on-premises Jabber? (Choose two.)A. _cuplogin._tcp.cisco com pointing to arecord of IM&PB. _cisco-uds._tcp.cisco.com
pointing to arecord of Cisco Unified CMC. _cuplogin._tls.cisco.com pointing to the IP address of IM& PD.
_cisco-uds._tls.cisco.com pointing to the | P address of Cisco Unified Communications managerE. _xmpp._tls.cisco.com pointing
to arecord of IM& PAnswer: ABExplanation:

https://www.cisco.com/c/en/us/td/docs/voice ip_comm/jabber/Windows/9 7/CJAB BK_C606D8A9 00 _cisco-jabber-dns-configur
ation-guide/CJAB_BK_C606D8A9_00_cisco-jabber-dns-configuration-guide chapter 010.htmIQUESTION 117An engineer
implements QoS in the enterprise network. Which command can to verify the correct classification and marking on a cisco 10S
switch?A. show policy-mapB. show class-map interface GigabitEthernet 1/0/1C. show access-listsD.  show policy-map
interface GigabitEthernet 1/0/1Answer: DExplanation:

https://www.cisco.com/c/en/us/td/docs/ios-xml/ios/qos _classn/configuration/xe-16/gos-classn-xe-16-book/gos-classn-mrkg-ntwk-trf
c-xe.htmlQUESTION 118Which field is configured to change the caller ID information on a SIP route pattern?A.  Calling party
Transformation MaskB. Route partitionC. Called party Transformation MaskD. Connected Line ID PresentationAnswer: A
Explanation:Cisco Unified Communications Manager uses connected line ID presentation (COLP/COLR) as a supplementary
service to allow or restrict the called party phone number on a call-by-call basis.Calling Party Transform Mask, Enter a
transformation mask value. Valid entries include the digits 0 through 9; the wildcard characters X, asterisk (*), and octothorpe (#);
and the international escape character +.QUESTION 119Which protocol does prime collaboration Assurance use to poll the health
status of different systemsin the collaboration environment?A. SIPB. SMTPC. SCCPD. SNMPAnswer: DExplanation:
https://www.cisco.com/c/en/us/products/coll ateral/cloud-systems-management/prime-col l aborati on/guide-c07-736946.html# Toc44
6633083QUESTION 120Refer to the exhibit. When a UC Administrator is troubleshooting DTMF negotiated by this SIP INVITE,

which two messages should be examined next to further troubleshoot the issue? (Choose two.) | sip:iat0.10.10.218:us0r—phona s1e/2.0

To: <sip:1810.10.10.219>

Max-Forwards: 70
c8eq: 101 INVITE
Contact: <sip:1234§10.10.10.84:50083; transport=top>

Allow-Events: kpml,dialog
Contant-Type: application/sdp
Content-Length: 658

w=0
e=Cisco-SIPUA 26529 O IN IP4 10.10.10.84
s=SIF Call

L=AS 4064

t=0 0 _

(LR B ';rl'#n\r_uga1l',1r

b=TIAS:; 64000
a=rtpmap: 114 opus/4B000/2
a=futp:11d

stareo=0; usadtz=0

a=rtpmap: ¥ GT22/ 5000

a=rtpmap:124 ISACS16000

a=rtpmap:113 AMR-WB/16000

a=fatp:113 octet-alige=0,seds-change-capablllty=2
a=rtpaap: 115 AML-WI/16000

a=fatp:115 cotat-align=1,mode-change-capability=2
a=rtpmap: 0 PO/B000

asrtpmap:8 POMASS000

a=rtpmap:116 LLBE/BOOD

a=fatp:116 mode=20

amrtpmap: 1B GT29/8000

a=fmtp: 18 annexb=yos

a=sendrecy

via: SIPf2.0/TCP 10.10.10.84:50083 branch=2 9hcabR4TI4f613
Fresm: 1234 - My Phone” <sip:1234810.10.10.219%; tag=-381clabaTlald

Call-Ip: I8lolaba-TaTe000d-dcabf®da-414d3a0E810.10, 10,84

RAllow: ACK,BYE, CANCEL, INVITE, NOTIFY, OPTIONS, REFER, REGISTER, UPDAT

colirod O e e L0 T S A _.__’_'J J; —

maxplaybackrate=16000; sprop-maxcapturerate=16000 naxaveragebi tra

A. PRACKB. UPDATEC. SUBSCRIBED. NOTIFYE. REGISTERAnswer: CDExplanation:The DTMF Eventsthrough
SIP Signaling feature allows telephone event notifications to be sent through SIP NOTIFY messages, using the SIP
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SUBSCRIBE/NOTIFY method as defined in the Internet Engineering Task Force (IETF) draft, SIP-Specific Event
Notification.QUESTION 121An engineer wants to manually deploy a Cisco Webex DX 80 video endpoint to a remote user. Which
type of provisioning is configured on the endpoint?A. CUBEB. CMSC. CUCMD. EdgeAnswer: DExplanation:The
provisioning modes/types are Off/Auto/ CUCM/Edge/Spark/ TMS/V CS.
https://www.cisco.com/c/dam/en/us/td/docs/tel epresence/endpoint/ce95/dx 70-dx80-admini strator-guide-ce95.pdf#D 1536209 DX 70
-DX80_Administrator_Guide CE95.indd%3A.859768%3A307505QUESTION 122Which DiffServ marking is the most likely to
drop packets?A. AF32B. AF12C. AF11D. AF13Answer: DExplanation:In the following example, packetsin the AF13 class
will be dropped before packets in the AF12 class, which in turn will be dropped before packets in the AF11 class.dP(AF13) >= dP
(AF12) >= dP(AF11)
https://www.cisco.com/c/en/us/td/docs/ios-xml/ios/gos _dfsrv/configuration/15-mt/qos-df srv-15-mt-book/qos-df srv.html#GUI D-42E
30ADD-2C7B-4273-B20D-ACE5182A9314QUESTION 123Endpoint A is attempting to call endpoint B. Endpoint A only supports
G.711 ulaw with a packetization rate of 20 ms, and endpoint B supports packetization rate of 30 msfor G.711ulaw. Which two
media are resources are allocated to normalize packetization rates through transrating?A. Hardware MTP on Cisco 10S SoftwareB.
Software MTP on Cisco Unified Communication ManagerC. Software MTP on Cisco |0S SoftwareD.  Software transcoder on
Cisco unified Communications managerE. Hardware transcoder on Cisco |0S SoftwareAnswer: AEExplanation: Software MTP -
Software-only implementation that does not use a DSP resource for endpoints using the same codec and the same packetization time.
Hardware M TP - Hardware-only implementation that uses a DSP resource for endpoints using the same G.711 codec but a different
packetization time. The repacketization requires a DSP resource so it cannot be done by software only. Cisco Unified
Communications Manager also uses the term software M TP when referring to a hardware MTP.
https://www.cisco.com/c/en/us/td/docs/routers/access/vgdit3/rel1_0/software/configuration/quide/VGD _transcoding.html
QUESTION 124When configuring Cisco Unified Communications Manager, which configuration enables phones to automatically
register to a Cisco Unified Communications publisher when the connection to the subscriber islost?A.  Cisco Unified CM GroupB.
Device PoolC.  SRSTD.  Route GroupAnswer: AExplanation:  Apgut Cisco Unified Communications Manager Group Setup

In Cisco Unified Communications Manager Adminisiration, use ihe Sysiem > Chco Unified €M Grosp
e puath 8o comligare Crscoo Unafiod Communications Mamager grosps

A Cison Unified Comenunications Mansger Group specifies 3 prsortized list af up s theee Cises Unified
Commenications Managers. The first Cisco Unified Communicasions Manager in the list serves as the primary
Cisco Unifiod Communications Manager for that grossp. and ih other members of the growp scrve as secondary
and sertiary (ackup) Cise semunications Manager.

T m‘_nnm \I.u!:l;r!( st sl \J.v\lp’\n.'llul( Whena anq

I Each device pool has ¢ s

TY.T nla-mr').-{,_ o -‘}r, o r__,
AT e el

A 'I-T-nr«'.«—.':f. e .}:mr: r'?".arf..ﬁ_."::.rm u:rf.TtmT’?.kmp

000

Coco Unified Communications Manager Grosps provide important feabares For yomr syslom:

" This f bles you gnaic a primary and backup Cisco Unified Commemications:
\quscr\[u each group

= Call processang load balancing—Thas Frature enables you to dadribule the control of dovices acros
multsple Crseo Unified Coenmunications Manapers

For most systoms, you need 1o have multiple prougs, and you need 1 assign a single Cisco Unified
Commmnications Manager 1o mushtiphe groups to achicve bemer load distribstion and redundancy

QUESTION 125Which two elements of adia plan define the domains that are accessible and are assigned to an endpoint? (Choose
two.)A. Cal Admissions ControlB. Route patternsC. Calling Search SpacesD. Tranglation patternsE.  partitionsAnswer:
CEQUESTION 126An engineer with ID378163512 is designing anew dial plan for a customer that has offices in several countries
on four continents around the world. This client also want to integrate with a Microsoft Lync backend, Which dial plan type does the
engineer recommend?A. SIPURIB. TEHQC. H.323D. E.164Answer: DExplanation:E.164 is the international numbering
plan meant to ensure each number is globally unique. QUESTION 127Which version is used to provide encryption for SNMP
management traffic in collaboration deployments?A. SNMPv1B. SNMPv3C. SNMPv2D. SNMPv2cAnswer: BExplanation:
https://www.cisco.com/c/en/us/td/docs/ios-xml/ios/snmp/configuration/xe- 16/snmp-xe-16-book/nm-snmp-encrypt-snmp-support.ht
MIQUESTION 128Which field of a Real-Time Transport Protocol packet allows receiving devices to detect lost packets?A. CSRC
(Contributing Source ID)B. TimestampC. Sequence numberD. SSRC (Synchronization identifier)Answer: CQUESTION 129
Refer to the exhibit. When making a call to aMRA client, what are the combinations of protocol on each of the different sections

A-B-C? Inside firewall DMZ Outside firewall
(Intranst) (public Internat)

A B C
Collaboration /)
Services ) - >, Internet s (1]

e - = 118 & e T T

,l."rﬁ ﬁ ES —»___'_L__,___J _) > _E_/_)_ .
7 o Expressway.C  Expressway.E — =4 Molglel

- endpoint

—————— Ol agnEing

On-premise endpoint Mecka E
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A. IPTCP/TLS(A) +SIPTCP/TLS(B) +TLS(C)B. SIPTLS(A) +SIPTLS(B) +SIPTLS(C)C. SIPTCP/TLS(A) +SIPTLS
(B) + SIPTLS(C)D. SIPTCP/TLS+SIPTCP/TLS(B) + SIP TCP/TLS (C)Answer: CExplanation:
https://www.cisco.com/c/dam/en/us/td/docs/voice ip_comm/expressway/config_guide/X 12-5/Cisco-Expressway-1 P-Port-Usage-for-
Firewall-Traversal-Deployment-Guide-X 12-5.pdf QUESTION 130An engineer is designing aload balancing solution for two Cisco
Unified Border routers. The first router (cubel.abc.com) takes 60% of the calls and the second router (cute2.abc.com) takes 40% of
the calls, Assume all DNS A records have been created. Which two SRV records are needed for aload balanced solution? (Choose
two.)A. sip_udp.abc.com 60 IN SRV 1 40 5060 cube2.abc.comB. sip_udp.abc.com 60 IN SRV 3 60 5060 cube2.abc.comC.
sip_udp.abc.com 60 IN SRV 60 1 5060 cubel.abc.comD. sip_udp.abc.com 60 IN SRV 2 60 5060 cubel.abc.comE.
sip_udp.abc.com 60 IN SRV 1 60 5060 cubel.abc.comAnswer: AEExplanation:- Service: The symbolic name of the desired service
- Proto: The transport protocol of the desired service; thisis usualy either Transmission Control Protocol (TCP) or User Datagram
Protocol (UDP)- Name: The domain name for which thisrecord isvalid, it endsin adot- TTL: Standard DNStimeto live field-
Class: Standard DNS classfield (thisis always IN)- Priority: The priority of the target host, lower value means more preferred-
Weight: A relative weight for records with the same priority, higher value means more preferred- Port: The TCP or UDP port on
which the service isto be found- Target: The canonical hostname of the machine that provides the service, it endsin a

dotQUESTION 131Refer to the exhibit. A call to an international number has failed. Which action corrects this problem? |:=»

amaner

e
31983

T v ¥ P ¥
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AT 8 NTCANAS 83D EST dam
FMIIBND: A % ETOANAS WD ET. Dee

A. Assign atranscoder to the MRGL of the gateway.B. Strip the leading 011 from the called party numberC. Add the
bearer-cap speech command to the voice port.D.  Add the isdn switch-type primart-dms100 command to the serial

interface. Answer: BExplanation:Bearer-cap 0x8090A2 is already speech. Dialed nr starting 011 seems to me not an international
number.https://www.cisco.com/c/en/us/support/docs/voi ce/lh323/14006-h323-isdn-callfailure. tml QUESTION 132Which user group
istargeted by MRA services?A. Call center agents who dial out to remote customersB. Mobile workersin a host desk
environment at HQ who log in every morning at possibility a different phoneC. Production floor users who need wireless mobility
in remote areas of the factoryD. On-the-go mobile workforce who connect to corporate phone services using their own maobile
deviceAnswer: DQUESTION 133Which Cisco Unified Communications Manager feature isto determine the maximum bit rate for a
call between two video-endpoints?A. PartitionsB. LocationsC. RegionsD. transformationsAnswer: CExplanation:Regions
provide capacity controls for Unified Communications Manager multi-site deployments where you may need to limit the bandwidth
for certain calls. For example, you can use regions to limit the bandwidth for calls that are sent across a WAN link, while
maintaining a higher bandwidth for internal calls. Y ou can use regions to limit the bandwidth for audio and video calls by setting the
maximum bitrate for intraregional or interregional calls to whatever the region(s) can provide.Reference:
https://www.cisco.com/c/en/us/td/docs/voice ip_comm/cucm/admin/1l 5 1/sysConfig/1l 5 1 SUl/cucm b_system-configuration
-quide-1151sul/cucm_b_system-configuration-quide-1151sul chapter 0111.htmlQUESTION 134When a 8800 series phoneis
registered over MRA, where does it register?A.  Cisco Unified Communications ManagerB.  Expressway-CC. Cisco Unified
Presence ServerD.  Expressway-EAnswer: AQUESTION 135An engineer must manually provision a Cisco | P Phone 8845 using
SIP. Which two fields must be configured for a successful provision? (Choosetwo.)A. Mediaresources group listB.  SIP profile
C. CSSD. LocationE. Device security profileAnswer; BEQUESTION 136What is the correct statement about CUCM and
Cisco IM&P backups?A.  Backups should the scheduled during hours to avoid system performance issues.B.  Backups are saved
as .tar files and encrypted using the web administrator account.C. Backups are saved as unencrypted tar files.D. Backups are not
needed for subscriber Cisco Unified Communication Manager and Cisco IM and Presence servers. Answer: AQUESTION 137Due to
service provider restriction, Cisco Unified Communications Manager cannot send video in the SDP. Which two options on Cisco
Unified CM are configured to suppress video in the SDP is outgoing invites? (Choose two.)A. Check the Send send-receive SDP
in mid-call INVITE check box on the SIP trunk SIP profile.B. Add the audio forced command to voice service voip on the Unified
Border Elements.C. Check the Retry Call as Audio on the SIP trunkD. Set Video bandwidth in the Region settings to O.E.
Change the Video Capabilities dropdown on the endpoint to Disabled.Answer: CDExplanation: The reason isit hasto be only in
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CUCM per the question. Y ou would create a specific Region relationship for the Device Pool applied to the trunk that cannot handle
video and thus change the Maximum Video Bandwidth to O while setting retry avideo call as audio on the Phone Configuration
(default setting isthisis aready checked). QUESTION 138Thereis a saturated link that has traffic shaping configured. How is
incoming traffic processed?A. Excesstraffic is queued for later transmission.B. Excesstrafficisdropped.C. Trafficis
compressed so that the traffic fits within the bandwidth of thelink.D. Excesstraffic is queued, and then dropped after the timer
expires. Answer: AExplanation: .
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https://www.cisco.com/c/en/us/support/docs/quality-of -servi ce-gos/qos-policing/19645-poli cevsshape.html#trafficshaping
QUESTION 139Refer to the exhibit. A customer submits this output, captured on a Cisco 10S router. Assuming that an MGCP

gateway is configured with alSDN BRI interface, which BRI changes resolve the issue? gf‘fgff:?-}‘;";f T f;ﬂ{‘;i} 22315 e st
058 a1k gshi re Al Jooditzhd j_;,l_:/.im,.
05:50:14.165: ISDN BRO/1/1 Q521 User RX <- SABMEp aal

A. interface BRIO/1/1no ip addressisdn switch-type basic-net3isdn incoming-voice voiceisdn send-alertingisdn static-tei 0B.
interface BRI0/1/0no ip addressisdn switch-type basic-net3isdn point-to-multi poi nt-setupisdn incoming-voice voiceisdn
send-alertingisdn static-tei OC. interface BRIO/1/1no ip addressisdn switch-type basic-net3isdn point-to-point-setupisdn
incoming-voice voiceisdn send-alertingisdn static-tei OD.  interface BRI0/1/1no ip addressisdn switch-type basic-net3isdn
poi nt-to-multi point-setupi sdn incoming-voice voiceisdn send-alertingisdn static-tei 0Answer: CQUESTION 140Which SNMP
service must be activated manually on the Cisco Unified Communications Manager after installation?A.  Cisco CallManager
SNMPB. SNMP Master AgentC. Connection SNMP AgentD. Host Resources AgentAnswer: AExplanation:SNMP Master
Agent serves as the primary service for the MIB interface. Y ou must manually activate Cisco CallManager SNMP service; al other
SNMP services should be running after installation.Reference:
https://www.cisco.com/c/en/us/td/docs/voice ip_comm/cucm/service/9 0/admin/CUCM_BK_C136FE37 00_cisco-unified-servicea
bility-administration-90/CUCM_BK_C136FE37_00_cisco-unified-serviceability-administration-quide _chapter 0101.html
QUESTION 141Refer to the exhibit. An engineer verifies the configured of an MGCP gateway. The commands are already
configured.Which command is necessary to enable MGCP?

hostname GATEWAY
com-manager config
GERCHANAGHT Joanfigisasuar 192, 16§ 1,100 -

oy .
cahihatiage &/ alep D I <l I UL SANTH _.r_J_/n .r_rJ 0. O

mgop call-agent CCMSubl.domain.com 2427 service-type mgop version 0.1

A. Device(config)# mgcp enableB.  Device(config)# ccm-manager enableC.  Device (config)# com-manager activeD. Device
(config)# mgcpAnswer: DEXxplanation:

https:.//www.cisco.com/c/en/us/support/docs/voice-unified-communi cati ons/unifi ed-communi cations-manager-call manager/42105-v
g200-cfg.htmIQUESTION 142What are two key features of the Expressway series? (Choose two.)A. VPN connect toward the
internal UC resourcesB. B2B callsC. 1Pto PSTN call connectivityD. Device registration over theinternetE.  SIP header
modificationAnswer: BDExplanation:

https://www.cisco.com/c/en/us/products/collateral/unified-communi cations/expressway-series/datasheet-c78-737605.html
QUESTION 143An engineer deploys a Cisco Expressway edge server for a customer who wants to utilize all feature on the server.
Which feature does the engineer configure on the Expressway edge?A. VTC bridgeB. H.323 endpoint registrationC. SIP
gateway for PSTN providersD. MRAAnswer: DQUESTION 144An engineer is configuring a Cisco Unified Border Element to
allow the video endpoints to negotiate without the Cisco Unified Border Element interfering in the process. What should the
engineer configure on the Cisco Unified Border Element to support this process?A.  Configure path-thru content sdp on the voice
service.B. Configure a hardcoded codec on the dial peers.C. Configure atranscoder for video protocols.D. Configure codec
transparent on the dial peers.Answer: AExplanation:"Y ou can use 'pass-thru content sdp', if you do not want to involve CUBE in the
codec negotiation."https://www.cisco.com/c/en/us/td/docs/ios-xml/ios/voice/cube/configurati on/cube-book/cube-codec-basi c.html
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